
Complete Voice Solutions

Global SIP/VoIP Network            
Increased Productivity and Performance at  
a Lower Overall Cost

Session Initiated  
Protocol (SIP) Trunking 
is for enterprises wanting 
to make full use of their 
installed IP-PBXs and not 
only communicate over IP 
within the enterprise, but 
also outside the enterprise 
via a SIP trunk provided by 
WCS. WCS SIP Trunking is 
the ultimate VoIP product 
which gives your company 
the telecom power it 
needs to operate at peak 
efficiency while reducing 
your telecommunications 
expenses.

Voice over Internet 
Protocol (VoIP)  
technology enables data and 
voice communications to 
be routed over a single data 
network. VoIP technology 
uses this network to carry 
voice calls. A complete return 
on investment in less than12 
months can be achieved by 
dramatically reduced costs 
in PBX vendor moves, adds, 
changes. WCS’ VoIP services 
are provisioned over the  
#1 carrier-grade VoIP 
platform in use today.

SIP Trunking

Integrate your local, long distance and data 

traffic onto a single circuit, while seamlessly 

leveraging your existing in-house IP-PBX or  

Key system.

•	 Coverage In Contiguous US

•	 Full 911 And e911 Compliance

•	 Local Number Portability (LNP)

•	 Web-Based DID Management

•	 Free Local Calling

Hosted IP-PBX

Rid yourself of the frustration and cost  
of managing your own in-house phone  
system and equip your employees with  
powerful features.

•	 Business Class Features

•	 Risk free trial

•	 Cost Saving benefits

•	 Service Difference
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Call 954.227.1700 today to schedule a meeting, or visit us at www.wcs.com

For more information on Global SIP/ 
VoIP Network, please contact a  
WCS Channel Sales Representative

sales@wcs.com

Wholesale Carrier Services, Inc.
5471 N. University Drive 
Coral Springs, FL 33067
954.227.1700  
www.wcs.com

Let WCS  Help You Manage Your Entire Network!

Introducing the Features - SIP Trunking 

LONG DISTANCE SIP TRUNKING

WCS Long Distance SIP Trunking is the ultimate  

product for companies needing high volume long 

distance service. Installation intervals are much  

faster than traditional PSTN telecom facilities, so  

you get service quickly.

LOCAL SIP TRUNKING
Traditional PRI’s require you to purchase 23 lines at a 

time and can take over a month to install, resulting in 

buying more lines than you need and waiting too  

long to get them. SIP Trunks are fast. You’ll buy only 

what you need.

Introducing 
the Features - 
VoIP

•	 Nationwide DIDs available

•	 �Flexibility of having local DIDs  
in multiple locations around the 
country which ring you locally.

•	 �Obtain local numbers for  
remote users

•	 �International DIDs 
available in  
key locations 
around the world

•	 e911/411 included

•	 Managed router available

•	 �Separate on-premise PSTN and 
data circuits no longer required

•	 �Easier to maintain diverse and 
redundant IP-based connections  
to ensure superior reliability  
and security

•	 �No longer need to buy or maintain 
multiple PSTN connections and 

dedicated PSTN interface 
hardware

Access Options
•	 �Internet Dedicated Access (IDA)
•	 Private IP
•	 IDA Shadow T1, for redundancy

Availability

Hosted IP Centrex is available: 
•	 �In 350+ metropolitan service  

areas (MSAs)

•	 �Internationally in the United 
Kingdom, France, Germany,  
the Netherlands, Belgium, 
Luxembourg, Spain, Ireland,  
Italy and Sweden.

 

Long Distance

Outbound long distance voice and fax 

services include unlimited direct-dial 

calling within the 50 U.S. states.

Local
Outbound local  
voice and fax services include 
unlimited local area calling, plus: 
•	 �Directory Assistance and Operator 

Services

•	Directory listing
• �Enhanced 911 

services access
• Local number management

•	 900 / 976 blocking
•	 �Optional inbound feature 

available  
via Virtual FX / EFX.

Optional  
Voice Services
Hosted IP Centrex offers the 
following optional voice services:
•	 Voice Mail
•	 Direct inward dial service
•	 Inbound 8XX
•	 �Attendant console (Receptionist)
•	 IP Web Center


